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Abstract We implement removing micro-prosody with low-pass filtering and avoiding Unvoiced/Voiced (U/V)
prediction as part of a hybrid approach to improve statistical excitation prediction in the hybrid approach to elec-
trolaryngeal (EL) speech enhancement. An electrolarynx is a device that artificially generates excitation sounds to
enable laryngectomees to produce EL speech. Although proficient laryngectomees can produce quite intelligible EL
speech, it sounds very unnatural due to the mechanical excitation produced by the device. Moreover, the excita-
tion sounds produced by the device often leak outside, adding noise to EL speech. To address these issues, in our
previous work, we proposed a hybrid method using the noise reduction method for enhancing spectral parameters
and voice conversion method for predicting excitation parameters. In this paper, we evaluate the effect of removing
micro-prosody with low-pass filtering and avoiding U/V prediction in the hybrid enhancement process.
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NEHFESVFEENIEEL, FHEINDE L TEFEMER
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L, HEHRE S RTVEFREERTED, Lok
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IZIR 2 AR Fo /38— 2 2R DB IG5 & SR & B
KT 2 BERHY, RERIZHO TRERUIE 5.

INSDOMBEIZHUYT D720, FERkOBELE FmHEE LT,
AT NVIFEHEE (Spectral Subtraction: SS) [1][2] & ¥ %
AW HEZIEICH D AT MVRIEE 3] &, MEHEE
25 (statistical Voice Conversion: VC) [4] [5] 2D <@H
T ANDEBIE[6)[7] BbD. HIEOFEE, HEES LUH
REPDT NN T2, TOWBERRIFMD CTRENTH
D, FHZARMREARE UTHEL BV, —F, BEOFKE,
HAMZ RIGIZSGETE DL, DRNETEMHBUENE U S 72
&b, WEPENLT B (7).

Frlk, B2 S ETIC, AR RRICHET DA
HBE LT, ARY MVRHEERIALEIZIL SS (T D <BLE
PRI %, EHURRTECE T HILER 2 VC ITE DK BRE
FERFHALIR & N 2N A 7 ) RISBSGE PRI & 52 14
FUZ[B. X 5IT, REfiR FO/NZ—2 DT T IALIGIER
W TH D [9] &\ FEAITE U T, KNS A b
Dy I EFEGHROFBHIZENTTOEMEPHRI LTS HE
ft Fo (Continuous Fp: CF0) EFIV[10] %, N1 7Y w KA
BREEBRMAIEICB TS Fo N2 —VFRIMBIZEA L. Z
&, FHBEIXEFHLLAZSDOD, KR LTHDIZ
BWEEERELNTHRY. £, HENEEO—DTHIHE
FEAIE R (Unvoiced/Voiced: U/V) O FHIMLEE HiEI#IF
EIZEDOT WD 720, DENOTRETDIAHEAEIZLDE
WEEZITBLVOMEND L. K, BRIV —LARERT
V=LA HEET DA, ARSI ERD—DLHE
AbNd.

AIETIE, N7V REBLKEFBRFALIEIC SV TAE
HIZMReD CERE G & 22 ERHE FHIEBR L, TR
B ERIIZETHET 5. 72, FHMEZEET S0, K&
IS 7 « V& — (Low-Pass Filter: LPF) ZfifHL~~ 12
070y 54 OREEEATS. X5, VCIEIS U/ VT
HIME OB DN S FTHEU DEMBEEDOMELZHEL, U/V
FHALIRDEL Y HNZ DN THRETT 5.
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1 Speech production mechanisms of non-disabled people (left
figure) and total laryngectomees (right figure).
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SSIZEVFEOENDE AR MIUVEEEZHWS. VC LHHiKT 5
L, BREFEOR DM OIS F@IZES DD, g
EOMBELAM TN TE D, F/7, WHEEHEARAD A
RNV ELRFEAT VWS HEEHB. —HT, BRY
AHOETFRREEICEL TIE, BBl ERIn~Zs DT
HY, BHEHEEOZHRERE L IIREIELS. APETHY
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LNBMEFROMAICZEY, &V BRLFFRE % O
HEMELND. B, Fy /82— IZBU TR, BUROKE
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DELEGHENHEOATHARED LTS L, &) EHREHIC
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REDOBEOLNDG. Zhitkl), BELXEADEHRMEEZ KIEIZH
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ARY NOVEHERBMBEIZ B W TIE, BEEHICHLT
M & UTIRAT 2 BRIl U2 BLKRA THREED F R
EHEKE, SSICEVRETD. Kt ICB I 2EKEHES
Y () IZBA N TRl I 5.

Y(t) = S(t) + L(t) (1)
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7— ) TEHUT & DD NS R £ 2D IR w DR
FH Y (0,1) 1, UFTHRI 5.

Y(w,t) = S(w,t) + L(w, t) (2)
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(otherwise)

ZZT, a(a> ) IRBERNT A =4, yITEHUST A -4 T
HB. BH, Lw)lk, BLRAATHETEZEHEE D T LY
TCHEFEBSE2ERUZED, OO~ 7 TEREIS NS HES
FEOIRIBANRY MV |L(w,t)| ZHREFEE L D%, 2XH
TOMFRIFEARZ MO 70 &+ 7 L(w) £ UTHAT 3.
TR R Y HLEE T, CFO 2FE L7~ VCIZHEDWNT
BY, FEHEMEEBRENLRS, FHHRTIE, EXEEBLT
BHEEEOR—KFET—ANOBLNIMFHELZHVT, EK

FHEDANRY Nk 7 Ay NREHEED 5B O FIREEE
(U/V 158, MAERBICEUTAT S VrifluEz475> 2k
THEOLNERENA Fy, B EOHEPRD [11]) ~OL#mET
M, ZL2HFIIFEING, K7LV —A t IIBIF2ELAE
FOANRT MV T AV MNEMELZ X, &L, fiC 71—
LOEREANT, AL T 5.

Xt:E[m;r—C7“-7w;ra.“am:+C]T+f (4)

ZIT, x ERET L — At IZBIF R ANRY NIVREER R K
U, KIFETIEANT TAN T L E2HAGS. EBXY fl3&«
BHITHIB LT ONA T AR MVERL, ZEHT—2D27
V—=ALIZB T2 AR MIVRHEITN 9 2 LMD A& VR
DB, TIXEER2KRT. — AT, BESTHEOM~ OSSR E
YUT, Y=y, Ay)|T RFHTE. 22T, B
Ayld Ay, =y, —y,_ TEVEETL. SFENEEE LT
U/V E#H, S Fy, B X ORIRBES IR [12] 2
5. 22T, U/VEHRICBELTIE, BEXBZNE F, KE
Kz 0 LUk Fop N2—VEAWD L TERETD. 72,
W B U T, MESFEMNSHIEINAE Fy /88 —> 0D
AKX U TAT I A Vil &7, Ak Fy 88—
MWE T B A% i U 728w Fy /N8 — 2V O %
T5.

NZ VIV F =275 U CEINRHEEE (Dynamic Time Wrap-
ing: DTW) %17\, AJR#E X, L HAOREE Y, Oxth
&G -8EGRI MV (X Y]]T VT, RAUTET
LBy, EEHREERHEZRAERSME T (Gaussian
mixture model: GMM) TE 7 IIL$ 3 [13].

M
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HOTEHDGATHS., £/, AFETIWRIT A=ty &k
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139k ERT. BLEFDARY Nk 7 Ay N (A7
TART AT AV N) LEEEHED U/V EH, W F, b
E ORI R S ORIIZBWT, #3200 GMM %
EET5.
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R#MERIZTNEN X = [X],-, X/, -, X7]")Y =
Y1, Y[, - YI]T &8 Z0rE, BHBOHIRE
BRI G =[97, 9,00 BRRATEIHEING.

9§ = argmax P(Y'| X, A) subject toY = Wy (7)
Yy

ZIT, W IREHREERY] y &8 - BIRRISE RS Y 1T
BB IZERTIEERT. ke, BESTHEONE Fy ~NDZ#
BB WTIE, U/V IESRMEEADO GMM IZ &Y #EE I hi
U/V B#HEEHATS. ZORMIE, RANGEEMESE» @
HH A AN DML 9] THONZEDLFE—THh 5.
LD Fy 38— 5 SO S % A TRA BRI
ETNV(12) L& FFETEERTD. —FH, AT MVEH
HIZBEUTIE, SSICEVHMEORELZNEINLZARYT MV
POWKKS EMET 5. VC ILESOTERI W SEES
LSS ITEDWTHBFMEI N/ AR MV EBAAL Z
EC, BRI R T S,

3. ERFHETFAONRE

NA TV REBLKGHRIEICB VT, HFESHSE T
UM A OMBICKR IR E L 525, ARETIE, &Y
FEFE D @O T IR 0 SEBL K O AR D 25 4k % 80 B < Lo
FEHE2HEL, ZHEICHCD Fy 32—V OlR#EKRTU/V T
TRz B D Mt 247 5.

3.1 ¥14/070Y510OKkE (LPF)

WHEEFENLOHMEIND Fy 84—V 1T, vr1r17n
VT4 LIREND 2R ZEN VIRV NS, — AT,
GMM IZH D TR IZ ST, v 7a7 oy s+
ERHERS FHT20IRASTIEHEL, KVEMRET VAN
BeRD, FIT, XA 7AYVTFAICELTE, AR
AL, GMM FEHOFIBTHRET . BREMEIZIE, [KiE
W7 V& (14] 2 AV, EHERR Fy NZ— 2 2 FiEeT %
BRI, EH D Fy /88— DETFIVLEKE, ER{ibXhk
WS Fy 88—V % GMM TET LT 3. EED Fy 8
A=V LT, ZONEITo/2E ED—HlzK 3 IZTRT.

3.2 U/V FHoEE

HRA Fo RE—VRERTZ72O121%, U/V E#RZ FH
UNET2ZRENRDHD. ULrLAENDL, BRAEHEBEHICBITD
U/V FHAEIIARERNC RS TH Y, DR 5 THER
ENEUD. ZOHEEAL, BRAETEOMESES SR
THERNEZVED., K, AREE2MESL T THRE (V
to U) MEFAFTHEDONEICEZDHEIIAIVEFHINS.

BLRAGHMPALEIZ ST, BHMOBKEHIE, THES
MERINTORVREXE2RE, 2TEFETHD. TOD
728, A ZE R RVERE Fy S8 —VE2HANWZE LT,
TRPART & LT, ERENIAE U ARV, T, V to U D FHIEE
&2 HESHERBTCEZ L NIFERHD. TZT, U/V
FHIZ4TDT, Hifkt Fy S2—V2AVTREASHE 2 ERT 5.
B, MEXEIZEUTE, EREHOKE Y —2HWTH
BRI L, BET7L—AL LTEaKYT 5. BB, X8 &
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3 Each type of Fy pattern. Top figure is a target Fp pattern,
the middle is a continuous Fy pattern using spline interpo-
lation, and the bottom is a continuous Fjy pattern smoothed

using the low-pass filter (cutoff frequency = 10 Hz).
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4. SRERBYFT(M

4.1 EREH

WA A 1 ZOBLKEF L, WHEE 1 2O@ESHZ AV
%. ATR BFENF VAt MDD 50 X AV, 40 X&2%H
T—&, BDD 10 X2FliT—2 LT3 5y MREREIEIC
0, fHlizfTS. )V IR 16 kHz £ § 5. EL
FREIIKT B AR MVAHTIE FET 24 & fV, @E 57512
W9 B IR 211, STRAIGHT 434 [15] 12 & W flih X
NEEDE, 5 HEEHEBTTEL A D2 AV [12). O
TJV—ALEE25ms &L, A7V —AY 7 hEIE5ms &
5. ANIRFBEE LT, 0~24RDANVTTANT LT AV
MR (Hitt4 7L —24) VS, EHEEEDOHEET —
B HJANT, AR GMM %289 5. FEE MR HEE H
GMM DREAEIE 16 35, BB, ZTOBERDIEEY R Z#r
FifE1L 3.19dB TH 3.

FBETG SRR T, AREHHIEIRAE R 3D < IR EE 3
IZBWT, Fo XE—VIIRTd331 7070V 571 DREN
Fo EREIC5E R ELMET D, FTHIREL LT, Hil
HE BT EREOER EREEIRY, AR SS—
MOMHBEGREE AW, OO LPF OX Y A 7 & i
5 Hz, 10 Hz, 20 Hz, 25 Hz £ Z&{L3Y, F FHABS LT
U/V FHIH GMM OREAHIL 8, 16, 32, 64 L 2{LX ¥ 5.

FHEHMESEERTIE, RIS A OBHBEIZ DWW TOHF Y il
B, RO, ARMIZBISZ L 77 VY AT A NEITD. WA
PEZDWTOBIE)RBRTIX, N1 7Yy REELE R



0.6

Number of mixture components: 8 —+—
16 --->--
2 32 -
£0.575 64 o
2
)
Q
8
= 055 |
2 X
3 X
[
E
50525 - -
+
0.5 1 L L I / I
5 10 20 40 100
Cut-off frequency [Hz] (w/o LPF)

4 Relationship between cut-off frequency of LPF and Fy cor-

relation coefficients.

25
VioU o
= UtoV
S 20+
=]
2
g 15t
S
2
> 10
=
=]
:
o
0
16 32 64 w/o U/V
(Number of mixture components for U/V) prediction

5 U/V error rate of each system.

IEE R OY UV EHRASAMREIC 5 2 2 B2 AET 57201
ARICRTEY AT L ZFHY 5.
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o SS: HEFHIEICEED < AT N IUHHIE L 5 7
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e Hybrid (U/V): VC IZHD<HE U/V I5H

e Hybrid (target U/V): BARMZ U/V 15k
ZIZT, N7V RAERIZBWTIE, SS+VCHCFO 125t L
TLPF 2E8ALZEDERAWS. F/-, HIENZR U/V HRE,

IZEDO EL A& R L BHER L OMTDTW 21752

LTE5. HRAMIZBTIZ 7Y 77 LY AT ARNTE, UV
RPN ERMEIC G R DB ETETH20IT, INIIRTEY
AT LB D) TR 5.
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e Hybrid (U/V)

e Hybrid (target U/V)
B EBEMEROWME ITZBN 5 4 THY, 1 Ab7zVEY
ATAIDE 0V Y FIVEZEET D, /2, ZOBIZHWE
LPF @7 b7 7 J&HEEE 10 Hz T, Fo FRIAB LU U/V
FHIA GMM OEGEIL 32 TH 5.

4.2 ERER

X 412, Fy ETWRAEBI L2 LPF Oy N7 7 B
BRI L TOFFREEFIKE LR, BREBN 32T
MDAy N T RN 10 Hz DL EIRRETH D Z &3 bHh
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7 Result of dictation test on intelligibility.
BRUERELRDZYA DT OY T4 8 EDRHABEAIE, 10 Hz
U ECHFET DI b,

IZHE RS EFHIRIZS TS U/V FRLEE O 5
5 UV PHEELZ T, UV PRAEOERIC LD, V to
UODFHIFEAEIZ 0 L2 2DD, Uto VOFHREITERTS. &

72, EL $ELRMOFREEZ > EZOND. BB, E
BZHEE SN Fy 82—V DO—Hil %M 6 1Z5RT.
TICE S HY) RERAG R & RS, STk [16] 1B WT, VC I

O EL §FAMIAITELKEH LR LT, # 3% OBt %
FAI TR ZEBHEINTODH, N 71Dy KGRI
MEMEEZSI BN ENNNDE. 72, M TV RAKX
IZBWT, U/V FREERLZBIC8WTE, BAKAR U/V
x5 E L AFEOHBEPEONTNDE ZEnb, &
FTUE UV FADBBETIEBZNZ LB »S. — /T, SS &
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WiET 2L, HBEEPE TR T T HEANERONG. ZOFK
LUT, AT MVRHEROSRRFBEZ R — 40 &V
Wam L - HENEZ LIS, B8, XHk[8] THEINTWL
%38, SS DADEHRMIENA TV Y RAEREHARTELL
(i

B8z 77 LY AT ANORERERT. HANL U/V
Iz AWz EEa L U/V PRI Z L 2156 & TER
BRONBZNZ NS, U/V FRLEODEEEDS, N1 TV R
BFHFRICEDSEAEFOBERMEIZG R BT RN L2vb
b, —HT, HEWNGR U/V IHREHACEZSE&EL U/V E#
ZVCIZHDODWTHE LU ZGAEL TERENRONRN &
5, VCIZED< U/V EilHELmd, aRmcEL T, +4
BREERZESTHD I Wb, &H, HEKZR U/V EHR
WA L ZOMOYE L L ZBRICEREN RSN
WHKE UTI, RI—FIZLDWEERDEDART VK
MR FFRRHEROA-BHIEAOND. BELXEHEOFKIEHIE
MBITHEREZT LR, SSEAVWTELATHENOHEBINDS
AR MVRBEIFETHERE ST DAY MUVRBRE RS, —
JC, MM U/V EBHE2 A2 SRR CEL T, @
WA FARRICER S RS SO SEREE L RS, Thigl,
BREEDANRY NVRHEE & fE & O FFRREEAEAAEN
SHGEMNHY, BUROBR G FRMIIN U THANZ U/V I
WEHOTEFEREBEIZODENLRNEEZOND.

5. F & &

PERDEE Fo ETNEZBRBUAZNT TY Y RARITEDL
BREFABFAIEIZSNT, o HEMEIIAT2INHE I en
5, MEHHIEIRA OB WHEIZ AW S MR R Fy /88—
NI o070y T4 DRERREL. £, TOE
D U/V EBEOEY TN DWTHET U 2. BRI SEER O
Brd, 17070V T+ OBREBMMOEMNEERLZ. &
7z, EBFHIEROFER®S, U/V FHIMELZ 1T 5 BEIZ AR
EWNRD.
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